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IP PBX

 
VX800 – SIP Smart IP Communication System 

The Atizlan VX800 are highly versatile, integrating Analog Trunk, Analog Line, SIP Trunk, SIP Line and 
IP-PBX with in one box. With Built-in Registrar and Proxy Server. The VX800 can serve point to multi-
point branches without external ISP services and an extra telephone fees. The VX800 can also work 
with existing PBXs to extend current telephone networks. This all-in-one VoIP device is the best 
solution for multi-point, small group connections 

 
Function Key Features and Benefits 

 Bu i l t - i n  DISA provides recorded auto a t t endan t  
messages and transfers incoming calls. Messages can be 
easily recorded through the telephone or downloaded by 
FTP. 

 Ne tw orks  Oper a to r  c an  be  ass ig ne d  t o  an y  
e x t e n s i o n  a n d  b e  re a c h e d  b y  d i a l i ng  “ 0 ”  when  ca l l i ng  
f r om th e  P ST N .  

 I n b ou n d ,  O u t bo u n d  c a l l s  a re  a l l  s up p o r te d .  Ev e n  
ca l l s  f r o m th e  PS T N c an  be  t r ans i t e d  t o  o t he r  S IP  
num be r  v i a  t he  S IP  t ru nk .  

 Cal ls  t ra ns f e r ,  ca l l  p a r k  a nd  c o ns u l t  t r a ns fe r  t o  
an y  e x t ens i o n  o f  l oca l  o r  r e mo t e  s i t es  t h ro ug h  
Ana l og  o r  S I P  l i n es .  

 Cal l  f o rw ard  an  i nc om ing  ca l l  t o  an  ana log  l i ne ,  a  
S IP  l i ne  o f  l o ca l  o r  r em o te  VX8 00  o r  t o  a  PS TN 
num be r .  

 Sp ee d  d i a l in g  c an  be  co n f i gu r ed  f o r  1 00  ab b rev ia t e  
num be rs .  

 T . 38  F AX  i s  supp o r t ed  t o  conn ec t  a  f a x  mac h in e  t o  
an  an a lo g  po r t  o f  t he  VX8 00 .  

 Co m pr e he ns i ve  N e tw ork in g  M a na ge m en t  t h ro ug h  
t e l e ph on e  s e t ,  Co nso l e ,  a nd  WEB ma n age me n t  a nd  
Te l ne t .  Mo re ove r ,  t h e  V X 800  a l l o ws  remo te  
man ag em en t  f r om e x t e r na l  s i t es .  

 

 Al l - I n - O ne  D e vi ce ,  I n te gr a t es  An a l og  Tr u nk ,  
An a l o g  L i n e ,  S IP  T r u n k ,  S IP  S er ve r ,  I P -P BX  
Th e r e  i s  n o  n eed  t o  pu rch ase  s eve r a l  dev i ces  f o r  a  
comp l e t e  s o lu t i o n .  C om p le te  t r u nk in g  i s  ava i l ab l e  
us i ng  a na l og  PS TN  p o r t s  and  t he  S IP  t ru nk .  
Co mp re he ns i v e  e x te ns io n  nu mb ers  a r e  ava i l ab l e  b y  
emp l o y in g  an a log  a nd  S I P  l i ne  p o r t s .  

 Bu i l t - i n  Re g i s t r a r  a n d  pr ox y S er ve r  s u pp or t  S IP  
s t an d ar d  de v i c es  
RF C -3 26 1  an d  R F C -2 83 3  S IP -c o mp l i a n t  d ev i c es ,  
such  as  S IP  Ga te wa ys  a n d  I P  P ho nes ,  can  r eg i s te r  
as  a n  e x t ens ion  t o  t h e  VX 800 .  

 Sca la b l e  u p  t o  2 0  s i te s  a n d  2 00 0  ex te ns io n s  
Grea t  adap tab i l i t y  and  s ys tem  p l ann ing  a re  p rov i ded  
w i t h  2  o r  6  a n a l o g  p o r t s  a n d  s c a l a b i l i t y ,  w h i c h  w h e n  
s e t ,  wo rk s  as  a  c om p l e t e  I P -P BX .  

 Re gi s t e r  t o  I TS P s  f o r  a d d i t i o na l ,  va l ue -a d d ed  
ser v i c e  
Re duc e  co m mun ic a t i on  c os t s  w i t h  t he  ad d i t i on a l  
ab i l i t y  t o  re g i s t e r  t o  IP  t e l ecoms .  

 Or ig i na l  d ia l in g  b eh a vi o r  
Dia l i n g  p l a ns  can  b e  m a in ta i n ed  w i t h  E .16 4 ,  o f f e r i n g  
h i gh  f l e x i b i l i t y .  

 Mu l t ip le  “C a l l  F orw ard i n g”  
Nev e r  m i ss  a  ca l l .  T he  VX 800  ca n  v a r i e t y  o f  dev i c e s ,  
such  as  GSM  mo b i l e  ph on es ,  no te bo ok s ,  IP  P hon es ,  
e t c  i n  an  o rd e r  p re - a r ra ng ed  b y  t h e  us e r ,  Ca l l  
Fo r wa rd i ng  c an  be  se t  f o r  bus y ,  no  an s we r ,  a nd  a l l  
c a l l s .  

 Pr i va t e  IP  s u pp or t  g i v i n g  S IP  d e vi c e s  ” P lu g  a nd  
P la y”  m ob i l i t y .  
Pub l i c  IP  i s  no t  r eq u i re d .  T he  VX 800  uses  Me d ia  
Re l a y  t o  re a c h  d ev i c es  b eh in d  NA T  w i t ho u t  
add i t i o na l  co n f i g u ra t i on .  

 Up gr a de  s o f tw ar e  t h r o u g h  W eb  i n te r fa ce .   
Use r  hav e  s i mp le ,  on -d e man d  ma i n te nanc e  f o r  
c on f i gu ra t i o n  f i l e s ,  a u t o  a t t e nd an t  g r e e t i n gs  an d  
so f t wa r e  us i ng  t h i s  co nv en ie n t  f ea t u r e .  
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VX800 Product Specification 

 

System Capacity 

Maximum SIP Registration: 100  
Maximum Concurrent Calls: 20  
Maximum Analog Trunks: 6  
Maximum Scalability: 20 sites 

Data/Voice Management 

Protocols 
• RTP (Transfer Protocol) 
• Proprietary Call Control Protocol 
• Standard SIP Protocol (RFC-3261, RFC-2833) Voice 

Codec 
• G.711 a / - l aw,  G.729AB Voice Quality 

• VAD Voice Activity Detection 

• CNG Comfortable Noise Generation 

• Echo Cancellation G.165/G.168 16ms 

• Adaptive Jitter Buffer Management Gain Control 

• In/Out +/-6db 

Emissions/Safety 

Safety: CUL, CCC*,CB* *Future Release  
PTT Regulations: FCC part 68 
EMI Certifications: FCC Part 15 Class B, CE Mark 

Mechanical 

Power Supply External Power Adapter 

Input: 100~240VAC, 50~60 Hz  
Output: 12VDC, 3.0A 

Management 

Management 

• WEB Browser 
• System Console 
• Telnet 

Software Upgrade 

• WEB 
• Multiple configuration files 

 

SIP PBX Features 

Call Transfer, Call Hold, Call Park, Pickup Groups, Multiple 
Appearances, Intercom, DID, Forwarding, Redial, Speed Dialing, 
Presence Management, Call Waiting, Call Monitoring, Call 
Recording Traditional Conferencing, Music on Hold, Caller ID 
Display of Time & Date, call Forwarding, Barge In Support for 
multiple vendors, Report, PBX Status Meet Me Conference 
Rooms, Disable Line, Ring Groups, Conference Monitoring / 
Recording, Analog Stations / Trunks, Automated Attendant 
Voice Enabled PBX prompts, Disable Lines, Outgoing Calls Limit 
option, System Alarms, Individual Web Admin per user, Remote 
phones support, Multi Site Networking, Integrate with VoIP 
carriers. 

Voice Messaging Features 

Voice Message in Email, Personal Greeting, Caller ID in 
message, Support Forward, Listen Controls Envelope 
Information, Departmental Operators Integrated all in one 
solution, Append to message Remote message retrieval, 
Append to message Voice Folders, Prompting based on 
presence Record multiple greetings, Light / Extinguish Message 
waiting light. 

Call Routing 

Hunt Groups, Incoming DID Support, VoIP to PSTN Routing ~and 
vice-versa~, VoIP to VoIP Routing Call Forward if Busy, Find Me 
Follow Me, Do not Disturb, Call Forward if Offline, Call Forward 
to Mobile phone, Call Forward if Unanswered, Call Forward 
Remote Configuration. 

Environmental Specifications 

Working Environment 

• -10°C to 70°C Storage Temperature 
• 0°C to 50°C Storage Temperature 

Form Factor / Dimension 

178mm (W) *311mm (D) *43mm (H) 
U1 Rack Mountable 

Warranty 

1 Year Limited Warranty 
 

 
 
 

The back view 

 

 


